voip - Podrska #14851

Testiranje skype + sippy na w2k officesa
10.07.2008 12:50 - Sasa Vrani¢

Status: Zatvoreno Pocetak: 10.07.2008
Prioritet: Visok Zavrsetak:

Odgovorna osoba: Sasa Vrani¢ % zavrseno: 0%
Kategorija: Procjena vremena: 0.00 sat
Ciljna verzija:

Opis
postaviti ovo na w2k racunaru u office sa da vidim kako radi

Povezani tiketi:

korelira sa voip - Nove funkcije #14748: SippySkype java officesa Zatvoreno 03.07.2008
korelira sa voip - Nove funkcije #14829: sippy.bring.out.ba - drugi dio - ast... Zatvoreno 09.07.2008
Historija

#1 - 10.07.2008 12:52 - Sasa Vrani¢

na ticketu #14748 pronasao sippy i podesio ga u

c:\documents and settings\hernad\skype

takoder skinuo i ove props i cfg fajlove i postavio

nakon pokretanja prva prepreka je

C:\Documents and Settings\hernad\Skype>java -Xms64m -Xmx64m -classpath sip.jar;u
a.jar;skype.jar;log4j-1.2.15. jar; sippyskype.jar;. "local.ua.SkypeUA"

'java' is not recognized as an internal or external command,

operable program or batch file.

C:\Documents and Settings\hernad\Skype>pause
Press any key to continue .

nema jave na ovoj stanici
#2 - 10.07.2008 13:01 - Sasa Vrani¢
- Fajl jre-6u7-windows-i586-p-s.exe dodano
evo jave
e Windows XP/Vista/2000/2003
#3 - 10.07.2008 13:02 - Sasa Vranié
a ha, sada je pokrenuo
C:\Documents and Settings\hernad\Skype>java -Xms64m -Xmx64m -classpath sip.jar;u
a.jar;skype.jar;log4j-1.2.15. jar; sippyskype.jar;. "local.ua.SkypeUA"
2008-07-10 13:03:21,118 local.ua.SkypeUA - initSkype
ali mi fali vierovatno skype...
#4 - 10.07.2008 13:14 - Sasa Vrani¢
instalirao sam i skype i podesio ga sa nasim account-om
sigmacom_software
kada sam pokrenuo sippy u skype-u se pojavilo
e 1 program (java.exe) want's to use skype (allow or deny), pa sam rekao allow

i sada je to valjda to...
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http://redmine.svc.bring.out.ba:3000/issues/14748

#5 - 10.07.2008 13:42 - Sasa Vranic¢

sada komuniciraju

C:\Documents and Settings\hernad\Skype>java -Xms64m -Xmx64m —-classpath sip
a.jar;skype.jar;log4j-1.2.15. jar; sippyskype.jar;. "local.ua.SkypeUA"
2008-07-10 13:13:19,348 local.ua.SkypeUA - initSkype

2008-07-10 13:13:53,277 local.ua.SkypeUA - SkypeVer:3.8.0.139

2008-07-10 13:13:53,487 local.ua.SkypeUA - SkypeUserId:sigmacom_software
2008-07-10 13:37:39,247 local.ua.SkypeUA - WAITING FOR INCOMING CALL
2008-07-10 13:40:25,266 local.ua.SkypeUA - skypeStatusChanged: ROUTING
2008-07-10 13:40:25,777 local.ua.SkypeUA - skypeStatusChanged: RINGING
2008-07-10 13:40:27,409 local.ua.SkypeUA - skypeStatusChanged: INPROGRESS
2008-07-10 13:40:47,908 local.ua.SkypeUA - skypeStatusChanged: FINISHED
2008-07-10 13:40:47,908 local.ua.SkypeUA - skypeCallStatus - Complete
2008-07-10 13:40:48,930 local.ua.SkypeUA - WAITING FOR INCOMING CALL

ovo se desilo kada sam pozvao iz skype-a echo123

#6 - 10.07.2008 13:53 - Sasa Vranic¢

od podesSenja sam skontao sljedece

podeSavaju se ove stvari:

¢ sip.conf / asterisk

[89]
type=friend

username=skypel

password=sarabon
host=192.168.45.170

nat=no

dtmfmode=auto

canreinvite=no

qualify=yes

insecure=very ;

dakle,

e host = ip adresa radunara na kome je instaliran skype
¢ username i pwd = koji ¢e se definisati i u sippyskype.cfg

u extenzijama trenutno stoji

89

bi

=>

{

SetCallerId("skypel");
Dial (SIP/89/jasminbeganovic, ${DEFTIMEOUT}, tT);

a u skype-u samom ve¢ postoji kontakt koji se zove jasminbeganovic

#7 - 10.07.2008 13:56 - Sasa Vrani¢

a u sippyskype.cfg imamo sljedece

host_port=5060
outbound_proxy=asterisk.bring.out.ba:5060

realm=asterisk.bring.out.ba
contact_url=sip:89@192.168.45.157:5060
<sip:89@asterisk.bring.out.ba:5060>

from_url="skypel"

username=skypel

to je dakle ono §to se podesava

#8 - 10.07.2008 14:11 - Sasa Vrani¢

podesio sam sada ovako:

podesio na krsku, sasa.vranic account skype

a na asterisku u ext.89 da zove "SIP/89/sasa.vranic"

dobijam na slusalici neto "pin number?"
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#9 - 10.07.2008 14:15 - Sasa Vranic¢

a ha, kvaka je u ovome:

ovo se stavi u siptoskypeauth.props

*,%,192.168.%.%,calleeid

#10 - 10.07.2008 14:16 - Sasa Vrani¢

i sada to radi zvoni moj account na krsku

#11 - 10.07.2008 14:18 - Sasa Vrani¢

u sippyskype.cfg sam na ovom podes$enju takoder promjenio ip adresu prema hostu na kojem je skype
contact_url=sip:89@192.168.45.157:5060
=>

contact_url=sip:89@192.168.45.170:5060

#12 - 10.07.2008 14:34 - Sasa Vrani¢

sada sam testirao da i kada zovem sa svog accounta sasa.vranic na sigmacom_software account to radi i zvone svi telefoni u office-u
evo $ta sippy kaze

2008-07-10 14:15:45,254 local.ua.SkypeUA - WAITING FOR INCOMING CALL

2008-07-10 14:25:21,293 local.ua.SkypeUA - callReceived - incoming Skype Call fr
om:Salla Vrani$ [sasa.vranic] status:RINGING

2008-07-10 14:25:21,313 local.ua.SkypeUA - handleSkypeCall - Direct Sip Dial:sip
:30@asterisk.bring.out.ba

2008-07-10 14:25:21,323 local.ua.SkypeUA - callReceived - Forwarding Skype to:si
p:30@asterisk.bring.out.ba from:"sasa.vranic" <sip:89@asterisk.bring.out.ba:5060
>

2008-07-10 14:25:21,994 local.ua.SkypeUA - skypeStatusChanged: RINGING
2008-07-10 14:25:22,124 local.ua.SkypeUA - onUaCallRinging

2008-07-10 14:25:27,181 local.ua.SkypeUA - skypeStatusChanged: REFUSED
2008-07-10 14:25:27,181 local.ua.SkypeUA - skypeCallStatus - Complete

kako je on to skontao da routira na sip:30 fakat mi nije jasno, gdje se podeSava ????

#13 - 10.07.2008 14:35 - Sasa Vrani¢

evo podesenja u SkypeToSipAuth.props
*,sip:30@asterisk.bring.out.ba
#14 - 10.07.2008 14:59 - Sasa Vrani¢
Pozivi fiksnih brojeva preko skype-a
u extensions.ael
globals => {
SKYPE_TRUNK="SIP/89";
SKYPE_DIRECT=1;
te zatim nastimamo da sa nekim predznakom zovemo npr. 8
i to nastimamo takoder u istom conf fajlu
_8. => {
SetCallerId("sigmacom") ;
Dial (${SKYPE_TRUNK}/${EXTEN:${SKYPE_DIRECT}}, 400,tT);
bi
i to je to.
#15 - 10.07.2008 15:52 - Sasa Vrani¢

nastimao sam recimo za zvanje njemacke sliedeée
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ako se zove njemacka onda ide preko skype-a, a ostali pozivi idu preko isdn-a

_0. => {
&set_caller_id();

switch (${EXTEN:0:5}) {
case 00492:

Dial (${SKYPE_TRUNK}/${EXTEN},400,tT);
default:

Dial (${TRUNK}/${EXTEN:${TRUNKMSDDIRECT}}, 400, tT);
bi

#16 - 10.07.2008 15:52 - Sasa Vrani¢

i to sam testirao, to radi

#17 - 25.08.2008 11:20 - Sasa Vrani¢

- Status promijenjeno iz Novo u Zatvoreno

Fajlovi

jre-6u7-windows-i586-p-s.exe 15,2 MB 10.07.2008 Sasa Vrani¢

30.05.2026 4/4


http://www.tcpdf.org

